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enum.at
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Version history:

Version Date/author Changes

0.1 18.10.2004/Klaus Darilion initial version

0.2 21.12.2004/Klaus Darilion SNOM200, SJPhone



Snom 200 (H.323 direct routed)

Hersteller SNOM,; http://www.snom.com/

Produkt SNOM 200

Software Version H.323 Image Version 2.04n 5330 (Anzeige im Display)

Protokoll H.323

Testdatum 18.10.04
Testszenario Basic Call GG -- > SNOM 200, direct routed; NAPTR:

Getestete Codecs

2.0.8.7.3.4 NAPTR 100 10 "u" "E2U+h323"
"I~ xS 1Th323:ramon@Y.Y.Y.22!"

G.711 u-law

Ansprechperson  Klaus Darilion; klaus.darilion@enum.at

enum.at

Ansprechperson  Klaus Darilion; klaus.darilion@enum.at

Hersteller

Gateway Version Version 18.10.2004

Gateway Konfiguration 18.10.2004

Konfiguration

Anmerkungen Mit Version 2.02t: Wenn das SNOM Telefon auflegt, wird vom Gateway
(Konfigurationshi ein:

nweise oder Tips, oct 18 10:57:03.253 GMT: ISDN Se0:15 Q931: TX -> DISCONNECT pd
Einschrankungen) = 8 callref = 0x814E

Cause 1 = 0x809B - Destination out of order
generiert. Dass erzeugt einen SIT!

Dieses Problem tritt mit Firmware 2.041 und 2.04n nicht auf!!!

Die Versionsanzeige iiber den eingebauten Webserver ist meistens nicht
ident mit der am Display des Telefons. Anscheinend wird im Browser die
zuvor verwendete Version angezeigt. Wenn zweimal das gleiche Image
geflasht wird, dann stimmen die beiden Versionen {iberein.



Base Settings

— Version
Version
snom00-H3z23 2.04n

Bootloader URL

Firmmware URL

hittp: A snom . comy/download/snomzZ00-bootl . 2. bin

http: AfAwww snom.comfdownload/snom200-2.02t-H323 .bin

—Base

Language
mMurnber Display Style

Phone type

Diownload Embedded
Irmages

Call Completion
mMurmber Guessing
Block Dial

Block url dialing

Call Wwaiting Indication
Dialtone during Hold
Disconnect on Onhool
Administrator Mode
Adrninistrator Password

adrninistrator Password
(Confirmation)

| Enalish =l
| Marne ;l

snom200-H323

|Fr|:|rr| Fhone =]
Con @ off
& on Coff
& on O off
Con o
& on Ot
& on O
& on Coff
&on Coff

bk b

ok ke




Settings

—H323
Eled Mo,
H323 ID
URL ID
GK/GW Made | Gatekeeper =
GG IP Address
Sk TTL a00
Message Center Number
Cwnamic RTP port start
Dynaric RTP port end
Early Start &on O
Fast Start Clon # o
H.245 Tunneling Coan @ off
Tracing ®an Coff
H.450 Services Con @ off
Logon Wwizard @ on Coff
Codec Settings
—Codecs
Default codec | G.7110 =l
Facket size | 20 ms =
Meqgotiation | Interoperable ;l

Type of Service (TOS)

160

—DTMF
Inband | off =l
Outhand |on =l
Payload Type 101




SJPhone ( H.323 direct routed)

Hersteller

SJ Labs

Produkt

SJPhone

Software Version

Build 1.30.235d, Jul 2 2004 on Windows XP prof. german SP 1

Protokoll

H.323

Testdatum
Testszenario

Ansprechperson
enum.at

Basic Call;

Klaus Darilion; klaus.darilion@enum.at

Ansprechperson
Hersteller

Klaus Darilion; klaus.darilion@enum.at

Gateway Version

Gateway
Konfiguration

Anmerkungen

(Konfigurationshi
nweise oder Tips,
Einschrinkungen)

Siphone ———
‘. i
PC to PC [H.323]

Hozt address; 10.70.0.7:21
AT AFirewall: Full Cane MAT

Click. "Dial" button ko choose respondent




options x|

I1=zer Infarmation I Call Optionz I Prafiles I ILS Diirechony |
Audia I Hat Keps I Sking I M eighbarhood Suppart

— Contact Cuztomer Care:;

Wwieh: wianm, gjlabs com
E-mail: gjphonei@s|labs. com

| Build 1.30.2354, Jul 2 2004

P | IInregistered version Beqister. .. |
Bug Hepnrt...| | ©19992004,5) Labs  Advanced.. |
0Kk | Abbrechen |

options x|

Audio I Hat Keyps I Sking I I eighborhood I Support

Ilzer Information I Call Optione ~~ Profiles | LS Directany
Praofile | Status |
FPC ta PC[H. 3 in Lze
FC ta PC [SIP] initialized

Mew. |[ Edi. |  Delere |

Uze... | Iritialize... |

0k | Abbrechen







% Profile options

Initialization  H.245 | Media Channeis | STUN |

— Channel usage

.........................................

Vv &lways start H.245

[T Enable parallel H. 245
[T | Enable H 245 tunneling
¥ Enable Early H. 245

(] 4 I Abbrechen

%" profile options

Initislization | H.245 Media Channels | STUN |

—Audio channelz

¥ Ize remate codec preferences

¥ Open audio streams after remote opened

¥ Only when Slave

¥ Summetric mode [if possible]

¥ Enforce audio open in IT seconds
¥ Hangup if failed ta open outgoing audio

¥ Hangup if failed ta open

inzoming audio channel in I 10 e

—DTMF zending

Send DTMF as: ||n.|:..3n|:|

E

ok | f-‘n.l:lhrec:henl




% Profile options




